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g, EE TR 4 (Satellite Industry
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(2) DR wmiLERiEs i as 117
BRI R TR, ol R AT 0 R B R0 B
(I EERYP

(3) s kus: Fso DEG S#HATEY
MR, AECEHARNE .

(4) Fuh 570 M. EEHEE S bR, (Hp
it Node B (evolved Node B, eNB) ) #A,
HIT RGN OE (system architecture evo-
lution gateway, SAE-GW) EZ IMS LM, &
16 1 F 42 1 4% (session border controller, SBC)
BEAT SRR, o TR N AR Ao R 1 5 R
iy T GBS M 2%, K T 3 1E R 3 (voice
over long-term evolution, VoLTE) i F ff) by #E 15
B g o

(5) Hup o (). 5 G Re
EH 0 177 D) 2 3% EH 2R 40 Y 28 0y, 5 il B i a1

Bl 1A, o0 Moot $E SBC, 2 il if iy 2=
1% % il Th & (interrogating-call session control
function, 1-CSCF) ¢ Jiik 55 WP Y 2> i 4% ] Thy R
(serving-call session control function, S-CSCF) .
Horpr, SBC 157 IMS 2 i 2 45 il (session ini-
tiation protocol, SIP) {54 Ab B . & 55 & /1
e IR O fife 0 A o I e r BAE BRI, 5
[-CSCF. S-CSCF %2 1. 5¢ i IMS 7 it 15 I 1Y 25 it
&, 8l 25 ik A & 8 IR 55 %% (application
server, AS).
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MR TR A R 5, L 3 g A 28 1Y
SEFARERMT .

(D BHFER: @Y LR ES @GR AR
KWL EH =AREEKAETHR (Brd Genera-

tion Partnership Project, 3GPP) Rel-20 £ A iz 75
TR 22.887% 1, Eteh T () B U 5 S0 405 5
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(2) THEWRE: TG @ AE (1 v 2 iy I e
HZ AN, ARE SR 05
HE. PRI IE . ZZaP T AE . BEBNHEPARTRE L S 3
fl AL FEI SE . o, 3GPP XS m Bl TR AL S I
FE AR A SN 280 ms!™, 1 g B BTN FE Ay 20~
100 ms, H5RGISAEH 10~20 ms, ZEihi 4E 2 20~
60 ms, FBIHEBARSAE 10~50 ms, H AL i
PRETRE [l AT ERAF SRR I 4259 10~30 ms,
PRI, v T B B JE 2 AT 800~ 1 000 ms ]
FEIR I 4E

(3) IBEEIE IR TEES PR
2 HA SR A BRI KR g, AR R
TE O A% Bl 2% i v £ ) e SR AE PR ES (central pro-
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signal processor, DSP) YRR, HrpgiAZ
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THES, oM 1) B e S S e
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WK FH I B A TG B S AR EAL T (ITU-T)
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JRERTE, ZRHLEE & MOSE AL T 3.54),
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LEE RS R 7y % B AT R N R (10~
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B3 RO F T 58 1 U B VR

FUHE & g b5 28 K18 S R @ R 5,
HEXNXFEEMESHITENS R, KKK
VEIE T RO Y de g 4, SRR R W B T
Jik 9wt i (pulse code modulation, PCM) H]
G711 % . EAEREEE NRIM =, HAEMRK
F 8 kbit/s [H T 27 A W B AL 5 5
Hib, HMEDLH 2 TR IEE SRS 2 AT A% R
G S L s T Al RO 1L G
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6 32 16 8 4 2 1
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PEFRM (code excited linear prediction, CELP) 7]
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PRI AN 2 8 B AL B R, B0 52 700 bit/s
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M4 b PRES b BT BRI TR AN 2 1 ms,  BE U 5 K
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AETE & BT I B AE DRSS, T B LA
MOS HEUIC, EIREIRFFE L. 1ksh, HZ
B o 2R R, SRR IR A IR .

g BRI, AL GiE g i A LA SCIL TR A
THEAEEEN A, HEREGRIIZR, B LE
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U, HiEHOOEH TaiiE S E 9.
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T i A 2% RN R T RO R T ) .
HEARFHEAET, FHKEES RIS E M
R, BN EEE SIS BRSO
JRE AR, AR SRR IS AT I B T IR I 2R G
IS HOHAT AT M HER,  SCILRE LM S AEE 1
WAL HAT, AR AR AL TR,

(D 5tEGqgms s a6 MiREG Awmidas. X
Y i 25 30 DR B AR 05 R A% A% OB R
CInZe P . AR #dmi ), HTAHIEEES
I EERIACRFAE,  [RIBS 5] N\ 0 20 I 2 A5 2R SR AR A A%
GUTER R CHEIM (WRMEN. 5PN S
). #iltn, LPCNet DAL S 4 it Pl 4fid (lin-
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TRINTE S FEA R, IE T NG 22 I 2%
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(recurrent neural network, RNN) KA Al if 5 £F
Ao phAh, = BB AEER A X-Net 4244122 th &
TIRE XY, HAZ OB & e R Ik w5 W
43 )58 2 Scale-down 5 Scale-up i, 1% bt il
1 Scale-down FE 50 iy 56 16 & HEAT T oRFE, $i
PR vE LS 2E s dmbs e AR & EE
4 22 P J5 - Scale-up 5B g AL 4 H IR
T AT BRFE, WK N R A R
B, AT AE T 8 52 BRI IR B R S8 B T & i &
38 & A 5 . 1% 07 AT A G T VE AR E
EUR 5 I AR AR SRR AE . R T E AR TS
T AOL S, AT SEEN 1 76 A BRAS 28R 1) e 14 fig
EE A, SR, TRE NS VA Y F SR
AR AR, o AE T BRI E R

(2) iy 21 v PR 28 X 2615 S A o o i 21 v
[0 22 10X 26 08 5 G R 0 RN 5 5 G D 0T 4 = 2
(IR FETT 1) o ISR SRR 75 1 A% Si s i s v 2k
THE 5 A B TR BURFE AN Tt 2500
S fd LR, S P40 WX 4% 2 i 28— 2% ) B4k o
— A 2% R AR IR 2540 o TR 2 X 2 A A (1)
HE MG NS BRI IE S PR, bl a5 5
GHE A (PR BIEE ) B A YRR A &
A AR G R #4152 R SRR B U DA S BN 2
P4, ARSNGB AE S
XYY F B 1E R EE & HE Bk TR, FH
FEE I 2 E B 2 018 S IR SRR (i
gL HAL R, BUR TG T NTE K
FEEEAEAY, IR R S AR B A N S O A
Fol, ST RSB E SR S E .

H AT = I ) B 281 iy 1 22 X 2% 9 5 G R i S G
PERERF UL 20 o B AR MR I SRE 43 3k
] T 2021 4E 4 H A SoundStream™ 5%, HoA%
OAOVHE TRk 2 R BB A (residual vector
quantizer, RVQ) 5l NIEE IS H, H ARk T
L4k BB AT K B 2R L n)

RVQ HZ Z B HIA R, &Z 01— 2
W ZE R ZERAT EA, il R S A R S
(R SINE L P o S Er=ie o = = T P S
w, ZEETINEE G R RIZ R, I
SEIPR R RS, T X AR A ) A
S E . SoundStream ik T 7E 4 # R AT 1) Lyra
V2 gmht s A3 BN, AT SCHF3.2 kbit/s. 6 kbit/s
H19.2 kbit/s X 3 M AN [F A 2, FEAR LA B 1)
JFitE. Lyra V2 ¥ )5S 4E A 100 ms 42 20 ms.
f£ Pixel 6 Pro & At FHL LRI SEINSE RN %9 fif
LA ATAE 0.57 ms PN SERO0T 20 ms 1B S FEA gl 5
iR,  LAHEIH B A SR BT 75 3R K 35 £

P2 M4 o

s e FLE B G
fis FHESU || WHERR | S
PO 23 W %m—}

B2 ST AL

(VQ/RVQ)

; ) za'agigaﬁ

%ﬁ%ﬁ R AR 2 Bl
5w WERT |
B R /R

Bl5 BT b W 4O (0T 5 2 i) & (1 2 25 Y

Y — DA 32 1tk v 2 Facebook T 2022 4 #2
Hi i EnCodec™, & KA\ gmfiihd2etl, 454
RVQ 5 — g U 2k - 22 U R I 5L I A2 4
(multi-scale short-time Fourier transform, MS-
STFT) KA 25 BEAT R LR, ZHEIEGIANT
P L DAER TN ZRAs e 1k, 72 2 i e fil
3N T % B 2 Transformer B BER Y, FI7E
AR B ATIR T, 3 — 2D 98 e 46 25%~
40%, BIH5 3 kbit/s 1AL 115 58 B4 45 1.9 kbit/s?.
PEREMAF B, 7F24 kHz ¥175 18 %1 F, EnCo-
dec 7 1.5 kbit/s Il 12 kbit/s % 2 MG F 12 i)
Fak 2 25 2k 5 85 5 MK (multi-stimulus  test
with hidden reference and anchor, MUSHRA) *!
MIVF 4 ¥ 2 AT Opus. EVS Fl Lyra V2. 7E3K
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F2 ERNBEIFHREME T ERDRREMEETS
Yl A% I i) e HpL KRS /kHz R/ (kbits™) R 2 4 /< 10°
SoundStream'®! 2021.07 Ak 24 3~18 24, 84
EnCodec?” 2022.10 Facebook 24, 48 1.5\ 3. 6. 15
12, 24
AudioDec?") 2023.05 Meta 48 12.8 29
AcademiCodec?”! 2023.05 JEIUR 2 & T 16 2.3 64
DACP 2023.06 Descript 16. 24 0.5, 1.0. 1.5- 76
SpeechTokenizer™ 2023.08 AN 16 4 108
FunCodec™” 2023.09 i 8. 16. 24 0.25~8. 0.5~16 0.52~57.83
X-Codect"! 2024.08 FUERH R = &I 16 4 31.45
WavTokenizer"®? 2024.08 PN 16+ 24, 48 0.5. 0.9 85
SemantiCodec®” 2024.05 [N AR RS N 16 0.31~1.40 1033
MimiCodec*! 2024.10 Kyutai 24 1.1 82
FocalCodecl*” 2025.03 R K 16 0.16~0.65 142~145
ALMTokenizer® 2025.04 LN 24 0.41 87~174
XY-Tokenizer®”) 2025.07 PN 24 1 259
LongCat-Audio-Codect™ 2025.10 EH] 16 0.43. 0.65. 0.87 650

T T YD A (15 3 AN A, A 0 A e T 40— A S R v S 00 PR 58 P 3R A5 1 T R

WHPETT I, 24 kHz MUAS 97 X EnCodec 5% I 4E
29913 ms, Y fif A5 SE 7 68 S I AL B SR, &
T serb@fEs s, sl figmiss, ZEIEr4
PR WA PR, (ELAT) BT A YA Ak 56 52 B
fHr7e Ko

M TESE S D, FETHE W% ER
(A Gt 77 VA CE AR A2 18 5 P 1 v 208 LS5 M T
MR . MR T, S GAET HiE
B ) gmis 2% I R HEE R B,
BE T4 20 I 25 A5 R 1 2 5 247D R AR F0IR IHT
A H ERME S . AW, XA H A AT
WRW B, TESEPRilE T ANAEE L N L H
IF) 2

(1) ERPE R . HET MM 4B i &
B Y RG4S B O SRS AR B, (H AR A 5
WRBACIRIEE, XFHHAEFIEBI RS L
BT RERE R, AR T R&SN. Kk, FEL
HieFBAIET R . Ak, DL R R 4 N 4%
R SRR BT R Bk, BT RS 28 A%
OVEREAN KA 22 T BRI RT3 TR LAY 52 2% BE T

%, fEHAEIBAT T PHLA G

() M sN, SHEESZAEAL. &
T 2 X AR F R AT AT 28 X R 7
PR E R, RN SUEAE . FEOBFES AT
BiEEEEDFTY, WA, RRMWEEZ M
KA RREE T4, MU IERGE & EH0H (2~
4kHz) WHREEER, ©2SBERFNEE
PR SUR R B R, A R 4 A R R
TINEHE R R SR R, B
MR R AR, WS DAOE.
FILASAGTE T PUAE R R, B000T G Hh % £ 65 e 1 A
AR . AR AR “ R SRR = IE H A
& ENGR, HAEF LRSI T 1R DUR HE LR
Ee Uk, MAGEAMEL, 235, WS I
AR, RN GRnl R o A T
FRERRAL A 3 051k, DA DR G i 2 4E 2 FEAL S
FET YT R ORISR I IE & &

(3) IEACH TN e . G AE SR FF B
(K1, EE IR R B EREA, DOERCH
TR G HIH T AL G A A LR R
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B, SRR AN A X 2 Gy, T ) % A
B S RS, — HEE, ST T gk
Baxt W Fik, 75 EIRRBL 2
LRBETE,  DUSZIIE T 4 0 £ A T I S R
I RS 2 hRUAS 5 A THEL

23 ETEXMEERELE

B S i s & — D 1R) 2R R PR BT B A Y
3 HJFEHE R A AL S BB, T g
P v & vh ) e 218 SCERTT (nSCARs . 31D,
ORI T IR S E . B, T AR
(0 4 AT VR T B G S A AR G 7 AH [F] 32 % W
AR T, MR TAgES S TR
AMR-WB 8¢ Opus Zw i 2% ), FIT 75 i 0 1o & FEAIK,
HAE R EEIAET N R B EEME: Jt
SIS FE R 23 HE 1 — Bl 18 B S 4t Cse-
mantic speech codec, SSC) 7731, 523l T 106
bit/s [ RIS RIE S i R 45, BamiB&(s 8%
EE EFR (£9100 bit/s) . SSC R LL T 3
AN, AR 46 0 R AR TR SRR 18
ST R A G i A S 38 ok A AT A R
HRAHREEZE IS, LB SR iE UE R
SEEURUEAR; ICHHE T4 75 S0 A 44 SR (8] A
HIULIE NRHIE, RS E— kA, R seal
METEE G R, JLT AN %
AT OB S A SC PR BICAE SR L ) e FH ke 35 46
Gt as, B EE IR AT, B
T A RGE S E SRR E R . ARSI g R R
i, SSC J77%7E 150 bit/s ) £ M MUSHRA #1174
BT 750 bit/s ] EnCodec, & iF 7 HL7E 5 %
ZIRY s T rERE .

FAT, BT 15 SOV & Y i IR AR ORI 72 AR
D, X Fpr AEE F AR SR R 11 e 46 K
B, HAHEERESENECREARRMERE. R
i, & X HE R BRI v fe 2 S BUE N &
U B KA EEAN G R ER, X2
FEARGE ) 5 FH I 7 v 75 2 A 1 ] R

3 MEEREIMESE

P DEEGE S SIS @G E, B
KIFEEEE SR IELE S N Rk, ek
JE MR S P8 T T BRI . R, O TR A
FESLBREE )RR R, Wit THEE R
FARTTAE R DIFEE 2 07 48 b . Horh, iB&
2 T 25 1) o B VA 38 5 40 E A 5 B
PR PO T 5 A0 gt J5 18 5 1) W 5
EEZ AT VRS, TR WP AR e B, &
Wit SR 5 5 5 5 IG5 Z B iR 2 5.
3.1 EWEMFGE

HRHE ITU-T P.800 ArifE, 1F & 5 &I LM PP
FEER A MOSP. iZAR AL E X T MOS ({13
PrESE, IR TE 5 o & S LTI )38 A 7 v A
WIABLIR TSN, ASKIET EUNHA
FRpt 7RI .

FEEAT EWE S VP IS, 7 VR G 450
EZVEE (absolute category rating, ACR). 17
S VFE (degradation category rating, DCR) Al
PSR EE  (comparison category rating, CCR),
VG N 5~1 4, RO, Ry Al452.
IR EIX S ML .

MUSHRA 77 L2 ITU-R BS.1534 #r i 5
S E SR E VRN i, FEA TIPS E MRS
AR AR & PRI . T IENAZ O
MAX B S S 5 M RfE T, DA RS
Wi R, MR T PEA 45 SR I 2 WM 5 AT S .
W R A o], o o AR BB . 80~
10073 Fon B EIEZ%E S, T RIRI: 50~
80 7 RANAFE R R LB ME 7S ;. 0~50 43 | 7R
B E TR .

3.2 EMIEMFHE

RVE 5B VPN TR W] 4 AN A
RN T 5 B AKX 3 28 . N S Ry v AR R A
SHEbr (WEMELL. RADE ., Sk 1A k(A
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PR RS B i, (HIX e S U AT TC VR X
NE BN PRI, B0 B S S S A i
THEL RN 2 R VAl V8 & 0T & 1) 77 VR Z T R T
R

A AT 715 & VTAE  (perceptual objective
listening quality analysis, POLQA) " 5iE ¥ Jii
=B AIPEAY (perceptual evaluation of speech qual-
ity, PESQ) U1/ 1 Fh 56 - Ja A A (1) 25 0L VR Ay
Tik, B ITURREA I Lk iE & B E TS TR
PESQ & T 50~7 000 Hz & #1VE [, ¥ #F 8 kHz
AI16 kHz FIRFESAR, (HXF 22 e s ] | [l 75
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